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Pitch track search algorithm
In speech signal

Abstract

This article describes an algorithm for search a pitch track based on
a mixed search algorithm in the spectral and time domains for the
original signal and its nonlinear transformation. The set of
candidates is formed at the output of the spectral harmonic
correlation function and the normalized cross-correlation function.
After the final screening of candidates, the final track is formed.

Keywaords: speech signal, pitch, correlation function,
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